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ESTIMATION OF THE NUMBER OF RADIO SIGNALS WITH UNKNOWN
AMPLITUDES AND PHASES

A.P. Trifonov* and A.V.Kharin UDC 621.391

Some algorithms for estimating the number of radio signals with known and unknown amplitudes
and phases are synthesized and analyzed. Modified mazimum-likelihood algorithms are used to
obtain consistent algorithms for estimating the number of radio signals in the case of unknown
amplitudes and phases. Efficiency of the estimation algorithms is quantitatively characterized by
the abridged probability of the signal-number estimation error. The studied-algorithm parameters
are optimized according to the analysis results.

1. INTRODUCTION

The necessity of estimating the number of received signals emerges when solving various problems of
statistical radiophysics and radioengineering. For example, when using a multipath radio channel, e.g., in
MIMO systems [1, 2], the number of radio paths is a priori unknown and should be determined. During
the radar and acoustic-location (active or passive) observation, the case where the number of sources of
the signals arriving at the antenna array is unknown is rather widespread [3-9]. However, the problem of
estimating the number of signals has not yet been completely solved. There appear difficulties in determining
the estimation-algorithm structure and the results of theoretical analysis of the operation quality of the
algorithms for estimating the number of signals are in fact absent. Moreover, the commonly accepted and
correct quantitative characterization of such algorithms has not been developed. Lack of the quantitative
characteristics of the algorithms for estimating the number of signals makes it difficult to compare the
algorithms and choose the most efficient one.

Some algorithms for estimating the number of radio signals with known and unknown amplitudes
and phases are considered below. The probability of the signal-number estimation is used as the algorithm-
efficiency characteristic.

2. RADIO SIGNALS WITH KNOWN AMPLITUDES AND PHASES

Let us assume that we observe the sum of v narrowband radio signals s;(f,a;, ;) =
a; fi(t) cos(wit + ¥;(t) — ¢;) and, as a result, the following signal is received:

v

sttvrane,) = 3 siltanp) = S aifilt) coslwrt + T(t) — @), (1)
=1

=1

where v =1, ... , Umax, a; and w; are the amplitude and frequency of the ith signal, respectively (a; and w;
are the real numbers), ¢; € [0, 2] is the signal phase, W¥;(¢) is the signal phase-modulation law, f;(¢) is the
signal envelope, and a, = (a;, ... ,a,) and ¢, = (¢;, ... ,,) are the notations used in what follows.
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Let signal (1) be observed during the time interval [T}, T3] against the background of additive Gaus-
sian white noise n(t) with one-sided spectral density Ny. Therefore, processing can be performed for the
realization

Vo
z(t) = n(t) + Z ao; fi(t) cos(wit + Wi (t) — voi), (2)
i=1
where vy is the true number of signals in Eq. (1) and the sets {ao; };™ = (ao1, - ; Qouma,) a0d {@o; }rme =

(0015 - s POvay ) contain the true values of the signal amplitudes and phases.

The maximum-likelihood method is used for estimating the number v of signals. In [10], the following
formula for the logarithm of the likelihood-ratio functional (LRF) is proposed if the interference is additive
white Gaussian noise:

T Ts
L(l) = ]30 /m(t)s(t,l)dt— ]éo /sz(t,l)dt. (3)
Ty T

Here, [ denotes a family of unknown parameters of the signal s(¢,1).

Substituting Eq. (1) into Eq. (3), we write the LRF logarithm

L(v,a,,p,) = Z am/ t) fn(t) cos(wmt + Vo (t) — ZZalaJ ij- (4)

21]1

Here,v =1, ..., vpax and

_ ; / i) 5(8) coslosst + Wi(t) — i — wyt — W, (1) + 5] dt

+ ; /fi(t)fj(t) cos[wit + W;(t) — @i +wit + W;(t) — p;]ldt  (5)

is the scalar product of the functions f;(t) cos[w;t + ¥;(t) — ¢;] and f;(t) cosjw;t + U;(t) — ;.
Let us consider the case where the signals in sum (1) satisfy the narrowbandness condition [10, 11]
w; (To —T1) > 1, 1=1,...,v. (6)

In this case, the second term in Eq. (5) is small compared with the first term for all ¢ and j, which allows
us to rewrite Eq. (5) in the form

Kij = Veijcos(pi — @j) + Viigsin(p; — ¢;), (7)

where

/ 10 15(8) cosl(wi — )+ Wilt) — Wy (0)
szg /fz f] SIH (,4.) w])t—l—‘ll ( ) \If](t)] dt.
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Using Eq. (4), we write the maximum-likelihood algorithm for estimating the number of signals as
v: Lo(?) = sup Lo(v), v=1, ..., Vnax, (8)
v
where Lo(v) = L(v,ag,, pg,)-

Let us consider the properties of LRF logarithm (4). For this purpose, we substitute realization (2)
of the observed data into Eq. (4) and obtain

v ) v v v
Lo(v) = Z 2; Z 2ipij + Z zi&j — ; Z Z 2iZjPij- 9)
=1

j=1 =1 j=1i=1
Here,
Ts
2 K Lo
§i = NoK; n(t) fi(t) cos(wit + W;(t) — wo;) dt, pij = VKK, py = llpijlli=1j=1and
T

22 = 2a%,K;;/Ny is the signal-to-noise ratio (SNR) for the ith signal. With allowance for Eq. (7), the
coefficient of correlation between ith and the jth signals can be represented as

Pij = Peij cos(i — ©j) + psij sin(p; — @;), (10)

Ty Ts Ts Ts
Peij = 2ch'j/ /ff(t) dt/sz(t) dt, Psij = 2Vsij/ /ff(t) dt/sz(t) dt.
T1 T1 Tl Tl

Using Egs. (9) and (10), we obtain the auxiliary relationships

where

vo+m vo+m vo+m

1
Lo(vo) — Lo(vo +m) = — | > mti+ 5 > | > zzipi,
i=vg+1 i=vo+1 j=vp+1
vo

LO(VO) — LQ(VO — m) = Z zi& + ; Z Z ZiZjPij- (11)

i=vg—m-+1 i=vp—m+1 j=rvog—m-+1
Logarithm (9) is written as the sum of signal and noise components:
Lo(v) = S(v) + N(v),

where » Yo

Sw) = (Lo)) = > 2 Y _ zipij — ; YO mzipy,  N@) = Lo(v) — (Lo(v)).

j=1 =1 j=11i=1

=

From the above expression and Eq. (11), we have

vo+m  vo+m

1 1 vo 1Z0)
S(vy) = S(vo+m) = 5 Z Z 2% Pij s S(vg) — S(vg —m) = 0 Z Z %2 pij.

1=vo+1 j=vp+1 1=rvo—m+1 j=rp—m+1

Taking into account these relationships and the fact that the matrix p, is nonnegative-definite, we can
conclude that the quantity vy corresponds to the upper limit S(vy) = sup,, S(v). Therefore, estimate (8) is
consistent according to [10].

Efficiency of the algorithm for estimating the number of signals can be characterized by the error
probability p. = p(P # vy). However, the calculation of this probability requires substantial computational
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resources. To obtain a simplified approximate formula for the error probability, we note that any algorithm
R for estimating the signal number can be represented as

v: R[D;2(t)] = sup R[v; z(t)],

v

where R[v;x(t)] is the functional determined by the structure of the algorithm R and depending on the
number of signals and the realization of the observed data. Using the above expression, the total error
probability for the algorithm R can be written as

pe =1 — p{R[vo;x(t)] > R[i;x(t)], i #vo, i =1, ..., Vmax}- (12)

Then, as an approximation to the total error probability, we consider the abridged error probability for the
algorithm R, which is determined as

pv =1 —=p{R[vo; x(t)] > Rlwo + 1;2(t)], Rlvo; x(t)] > Rlvo — 1;(t)]} (13)

Equation (13) shows that the abridged error probability is the lower boundary for the total error probabil-
ity (12) if 1 < 1y < Vmax- It should also be noted that the abridged error probability coincides with the
total error probability if vya = 3 and vy = 2.

Let us find the abridged error probability (13) for algorithm (8):

pro=1— p[LQ(Vo) > Lo(l/o + 1),L0(1/0) > LQ(VO - 1)] (14)
Using Eq. (11) for m = 1, we rewrite Eq. (14) in the form
pro =1 —=p(&y > —2/2, Evp1 < Zue+1/2)- (15)

Taking into account that &, and &,,+1 are the Gaussian random quantities with zero mathematical expec-
tations, unit variances, and the correlation coefficient (£,,&1y+1) = Pry.vo+1, We obtain the following formula
for calculating the abridged error probability (15) for algorithm (8):

Zup+1/2 oo

1 2 D) 2
2m \/1 - pu07l’0+1 —00  —2zy/2 pVO’VO—H
After the change of variables, Eq. (16) is rewritten as
Zug+1/2 N
1 ~ 2
pa=1= o [ ew( )@ T e ) g, (17)
m —c0 \/1 ~ P+l

where ®(z) = [* exp(—t?/2) dt/v/2m is the probability integral.
Let us consider the special case where the signals in Eq. (1) are orthogonal. In this case, py, y+1 =0
and the abridged error probability (16) takes the form

o = 1= (200 /2)®(20041/2)- (18)

22, then for a sufficiently large value of 22, instead of Eq. (18), one can use the asymptotic

2 /2 22
ptozz\/wexp<—8>. (19)

2 _ 2 _
If Zyotl = %oy =

formula
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We now consider the case where p,, ,,+1 — 1, ie., Pio
the signals s,,(t) and s,,+1(¢) coincide. Then Eq. (16) is 0.6k Mo
written as ,

Zug+1/2 / N

1 y2 ! ~/ N L. '-\ TN T
po=1- / exp(— > d - £ ~—t——=
' Vor 2 )Y NN =

—2uy /2 / ~

:2_<i>(z”°2“)—<i><zgo>. (20) ,!

If we put zfo L1 = 22, = 2* and assume that the value /
of 22 is sufficiently large, then asymptotic formula (19) is 04 |/
obtained for the probability given by in Eq. (20). There- /
fore, for a sufficiently large signal-to-noise ratio z2, the /
abridged error probabilities in the cases p,, ,,+1 — 0 and /
Prowo+1 — 1 coincide. The latter result is attributed
to the fact that the cases with different numbers of sig-
nals (even identically shaped) are significantly different
from the energy viewpoint when the signal amplitudes
and phases are known and the SNR is sufficiently large.
Consider the special case where all the functions of N L
the set { f;(t)}; ™ are identically equal to unity in the in- 0.2 s
terval T1 <t < T, and ¥;(t) = 0. Then the radio signals
in Eq. (1) are the segments of the harmonic oscillations. /
We also assume that for any 1 < k < vy, the equality /
wy = kw, where w is the real number, is fulfilled. If the , , |
signals in Eq. (1) satisfy the narrowbandness condition 0 5 10 p 15
specified by Eq. (6), then Eq. (10) for the correlation co-  Fig_ 1. Error probability for known amplitudes and
efficient of the ith and jth signals (i # j) is written in the phases.
form

_sin[2n (i — j) D]

sin?2n (i — §) D]
Pij =

21 (i — §) D coslipi = ¢3) + m(i—j)D sinles = @),

where D = wT'/(27). Figure 1 shows theoretical dependences of the abridged error probability (16) on D in
the cases of in-phase signals (¢;+1 — ¢; = 0; dash—dot lines), quadrature signals (p;+1 — ¢; = 7/2; dotted
lines), and the antiphase signals (p;1+1 — ¢; = 7; dashed lines). In addition, the solid lines in Fig. 1 show
the abridged error probability (18) for signal-number estimation algorithm (8) in the case where the signals
are orthogonal . The line sets I and 2 correspond to the SNRs z,, = z,,41 = 1 and 2z, = 2,41 = 2.5,
respectively. Figure 1 shows that when estimating the number of signals the abridged error probability (17)
tends to the abridged error probability (18) for the orthogonal signals with increasing D in all the three
considered cases. The difference between the initial radio-signal phases does not significantly influence the
error-probability value for D > 4.

3. PROPERTIES OF THE LRF LOGARITHM

Let us consider the case where the received-signal amplitudes and phases are a priori unknown. The
following notations are used:

Ts
Geij\ _ g cos[wit + W;(t)] coslw;t + W;(t)]
<Gsz‘j> _T/fz(t)fj *) <sin[w¢t + W;(t)]  sinfw;t + \If](t)]> di,
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Ts
Gseij | _ g sinfw;t + W;(t)] cos|w;jt + ¥;(t)]
<Gcsij> —T/fz(t)fy(t) <Cos[wit—|—\lf¢(t)] Sin[wjt—l—\lfj(t)]) dt, (21)

Ty Ts
X = /m(t)fi(t) coslw;t + W;(¢)] dt, Xsi = /m(t)fi(t) sinfw;t + W;(t)] dt,
Ty T
Ac; = a; cos p;, Agi = a;sin ;. (22)
Here, Ac; and Ag; are the signal quadratures: ¢ =1, ... ,v and j = 1, ... ,v. Quantities (21) and (22) are

the elements of the matrices Gy, Ggy, Gesy, and Gge, and the vectors Xy, Xgy, Acy, and Ag,, respectively.
In the case of narrowband radio signals (6), the following relationships are valid for the elements (21):

Geij = Gsij = Veij, Gscij = Gesij = Vaij- (23)
Let us rewrite the LRF logarithm in Eq. (4) using the above-introduced notations:

2

L(V, ACV,AS,,) = N (A;’;,XC,, + A;;Xs,,)
0

_ ; (AL GoAay + AL G Ay + AL Gy Ay + AL GuvAa), (24)

0

where the superscript + denotes transposition. Denote

ACV — XCV _ GCI/ GCSI/
s (n) == (k) en(dn &)
so that the LRF logarithm in Eq. (24) takes the form

2 +
ALX, -

L(v,Ay) = N

1
N, A GrAa (25)

Using Eq. (25), we find the maximum-likely estimate
A, =G;'X,

of the signal-quadrature vector for an arbitrary value of the parameter v.
Substituting the vector A, into Eq. (25), we obtain an expression for the LRF logarithm maximized
by unknown signal quadratures:

_ 1 + -1 _ 1 XCI/ - GCV GCSV ! XCV
B NO XV GV XV B NO <Xsu> <Gscu Gsu> stx . (26)
With allowance for Eq. (23), Eq. (26) for the narrowband radio signals can be written as
L (X" (Voo VENT (X
Lm(V) = )
Ny Xy Vo Vg X

where V, and Vj, are the matrices of the elements V;; and V4;;, respectively.

Ly (v)

As a result, the algorithm of the maximum-likely estimate of the number of radio signals with the
unknown amplitudes and phases takes the form

v: Ly (D) = sup Ly, (v), v=1, ..., Vnax (27)
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In what follows, it is shown (see Eq. (44)) that function (26) does not decrease with increasing number v of
signals, so that direct use of the maximum-likelihood method for estimating the number of radio signals with
unknown amplitudes and phases is impossible. Therefore, instead of the maximum-likelihood algorithm (27),
its modifications are used. The following algorithms can be referred to such modifications.
1. The algorithm with a linear penalty function:
Lp(v; Xy, k) = Lyy(v) — Kk, Kk > 0; v: Lp(v; Xy, k) = sup Lp(v; Xy, k), v=1, ..., Vnax. (28)

v

The algorithm for estimating the number of signals by the AIC criterion [7] is the special case of algo-
rithm (28) for k = 2.
2. The algorithm with a random penalty function [2]:

Lp1(v; Xy, k1) = Lin(v) [1<X62i+X52i>] >0 1<i<
v;X,, k1) = V) — K1V max , K , <4 < Vmax;
D1 vy ~l m 1 : NO Gcii Gsz‘z‘ 1 ma;
U: Lpy(7; Xy, k1) = sup Lp1(v; Xy, k1), v=1, ..., Vnax- (29)
14

3. The algorithm with an invariant random penalty function, which is proposed in this work:
Lpa(v; Xy, ko) = Lin(v) — kov m?X[Lnl(i) — L (i — 1)}, kg >0, 1 <4 < vaxs
v: LD2(7>) :SUPLD2(V)7 v=1,...,Vnax (30)
v

In the case where the signals are orthogonal, algorithm (30) reduces to algorithm (29) with the random
penalty function.

4. The algorithm with a inverse penalty function, which is proposed in this work:

LTL
Ly(v;X,,n) = m(,,)’ n>1;
v
v: Lg(v;X,,n) =sup Lp(v; X, n), v=1, ..., Vnax (31)
14

Note that all the above algorithms depend on certain parameters s, k1, k2, and n, which should have
particular numerical values to ensure practical use of the algorithms. In what follows, when analyzing
algorithms (28)—(31), their abridged error probabilities will be obtained (analytically and by statistical
simulation). The study of the abridged error probabilities as functions of the parameters k, k1, k2, and n
allows one to determine the optimal values of the above parameters from the viewpoint of the minimum
abridged error probability. However, it is clear that algorithm (31) is consistent for all values of the parameter
n > 1, whereas algorithms (28), (29), and (30) can become inconsistent for some values of the parameters
K, k1, and ko, respectively.

To analyze algorithms (28)—(31) in terms of the abridged error probability, the LRF logarithm in

Eq. (26) is represented as
COXSGIX, 1S

2 2

where

12- _ 2 <Xci>+ <Gcz Gcsi> ! <Xcz> . < Xei >+ < G Gcsi(i—1)>_1 < Xei >
0 Np | \Xssi Gsei G Xsi Xs(i—1) Geii-1i  Gsi-1) Xsi-1/) |’
n -1
2 = 2 < Xei > < Gei Gcsi(i—l)) < Xei > _
No | \Xs(i-1) Goeii-1)i Gs@-1) Xs(i-1)
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+ —1
_ <Xc(i—1)> <Gc(i—l) Gcs(i—l)> <Xc(i—1)> _
X(i—1) Gyi-1) G- Xs(i-1)
Here, the matrices Gegi(i—1) and Geg(i—1); have the elements Gespmg, where m =1, ... ;i and k =
1,...,i—1, and the elements Gegpr, where m =1, ... ;i —1, k=1, ... ,i, respectively, and the matrices
Gici(i—1) and Gge(;_1); are specified in a similar way.

To study the properties of the random quantities {l;};™* and {ls; };™}*, we formulate and prove the
following statement. Let {4;}}¥, be a set of random quantities with finite second moments. We consider the

vectors A, and the matrices C,, with the elements A; and Cj;, respectively, wherei =1, ... ;n,j =1, ... ,n,
Cij = cov(A;, Aj) = ((Ai — (A;)) (A; — (A;))) is the correlation moment [11] (or covariance) of the random
quantities A; and A;, and n =1, ..., N. In addition, we define the random function r(n) of the natural

variable n and the random quantities {B,}_, as follows:

r(n) = ATC A, (33)

B2 {r(l), n=1, (34

" r(n)—r(n—1), n>2.

N
n=1>

Then we formulate Statement 1: the random quantities {B,} which satisfy Eq. (33), are mutually

uncorrelated and have a unit variance.

Let us prove Statement 1. For m = 1, the random quantity Bj is determined by the expression
Bf = A% /C11. Let us consider the case n > 1 in more detail. Using vector g,, with the elements Cj,, where
i=1,...,n—1, we rewrite Eq. (33) in the form

r(n)—r(n—1)=AIC'A, - A} C1 A,
A\ (Cut g\ (An _
(i) (% &) () -aneian] o

Using the Frobenius formula [12], we transform the block matrix in Eq. (35) as

—1 _ _ _ _ _ _
Cn1 _(C L +C g H g C g, H (36)
g;’z_ Chn —H_lgf{C,;fl H-! ’

where H = C,,, — g C;&lgn is the Schur complement. It is shown in [13] that if the matrices C,, and
C,,_1 are nondegenerate, then H # 0. Moreover, if the matrix C,,_; is positive-definite, then H—1 > 0 [12].
Performing identical transformations in Eq. (35) and using Eq. (36), we obtain

B2 =r(n) — r(n—1) = (A, — A} ,C; " ga)?/H. (37)

n

Then the random quantities {B;}Y |, which satisfy Eq. (37), are written in the form
By = (An — A} CLign)/VH, n>1;  Bi=mA/y/Cu, (38)

where the coefficient v, =1 or 7, = —1 for any 1 < n < N.

Let B =1,...,N,a=1,...,N, and for definiteness we put 8 > . Obviously, cov(By, Bg) = 0.
Let us show that B, and Bg are also uncorrelated in the case where 8 > 1 and o > 1:

cov(Aq — A;t—lcgilgav Ag — AE_lcEilg,B) = COV(Al'_lC;ilgm A§—1C¢i1g6)
— cov(Aa, Af_ C5ligs) — cov(AL | CL ga, Ag) + cov(Aa, Ap)
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= COV(g;_(g_l)C(_al_l) (5_1)AB—17 ggcgilAB—l) - gi(ﬁ_l)cgilgﬁ - gICilgﬁ(a—l) + Caﬁ- (39)
In Eq. (39) it is taken into account that cov(A,, A, ) = C, and the following notations are introduced:

8a(p—1) = (Cats -+, Ca=1))s  8B(a=1) = (C18, - -, Cla—1)8);

1)

(Cl : )
0, a—1<i<pg-1, a-1<j<pg-1,

(1) (B-1) (40)

wherei=1,...,f—1land j=1,...,8—1.

It can be shown that the relationship cov(QTY,UTY) = QTRU, where R = cov(Y,Y) is the
matrix of the correlation moments (covariance matrix) of the vector Y, is valid for all deterministic vectors
Q and U and the random vector Y. Calculating covariance (39) with the help of the above relationship
and allowing for notations (40), we obtain

cov(8(5-1)Cla—1) (-1)A8-1:85C5L1A5-1) — 81(5-1)C57185 — 82 Cal18s(a—1) + Cap
= 84 C.L185(a-1) — 84 Cal18s(a—1) ~ 81(5_1)C52185 + Cas
= Cap — 815_1)C52188 = Cap — Cap = 0. (41)

According to Eq. (41), the random quantities B, and Bg are uncorrelated for all 5 # a. Therefore,
the random quantities {B;}¥,, which satisfy Eq. (33), are mutually uncorrelated.

We denote the variance of the quantity B,, as D(B,,) = cov(By, B;). Obviously, D(B;) = 1 and for
n > 1 we write

D(Ba) = D[ (A = AF_,C; 180)/VH]
— [D(A_1Crt18n) + D(An) = 2c0v(AF_ C L g, An)] /H = 1.

Therefore, the random quantities of the set {Bn}gzl have unit variance.

Note that in Statement 1 and its proof, the random quantities A, can be interpreted as the vectors
in the linear vector space, while the covariance can be interpreted as the scalar product of the vectors in this
space. In fact, the covariance properties of the random quantities, which are used in the proof of Statement
1, also hold for the scalar product of the vectors. In such an interpretation, the vectors B, in Eq. (34) specify
the orthogonalization procedure for the vectors A,,, which is similar to the Gram—Schmidt procedure.

Let U be an invertible N x N matrix and E be a column vector with dimension N. Assume that the
matrix W and the vector R are obtained from the matrix U and the vector E as follows:

Ugjs 1=¢;
Uy, 1=g9; Ey, i=gq
Wij =q Ui, J=¢ Ri=4qE, i=y;
Uiy 7 =; Ei,, i#FgniFq.
Uij, 1#gNiF#qNjFgNj#q,

It can be shown that the matrix W is invertible and the following equality takes place:

ETU'E=R"W!R. (42)
Successively transposing the rows and columns in the matrix G, in Eq. (25), as well as the elements
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of the vector X, in Eq. (25), and using Eq. (42), we obtain the relationships
Xci * Gci Gcsi - Xci _ +p—1
<st> <Gscz Gsz) <st> B YZ FZ YZ’
X \7( Gu  Guin) [ X
ci ct csi(i—1 ct + -1
= YZ'_ FZ'_ Yi1,
<Xs(i—1)> <Gsc(z'—1)i Gy(i-1) > <Xs(i—1)> 1t
~1
Xc(i—1)>+ <Gc(i—1) Gcs(i—l)) <Xc(i—1)> T
—YH FLY,
<Xs(i—1) Gei-1) G- Xs(i-1) im2him2 i

where Y, = X for even k, Y, = Xy for odd k, Y; = (Y1, ....,Y;), and F; = cov(Y;,Y;). Hence, the

quantities 12, 1% (i =1, ... ,Umax) can be represented in the form

=Y F 'Y, - Y F Y., =Y  F Y, 1 -Y ,F,LY o (43)

It is shown in Statement 1 that the random quantities B2 are the squared Gaussian random quantities B;.
By analogy, using Eq. (43), it can be shown that the random quantities (% and [% are also the squared
Gaussian random quantities l.; and lg;, respectively. Let us indicate the properties of the Gaussian random
quantities of the sets {l;}; ™ and {ls;}/™5>.

Statement 2. The Gaussian random quantities of the set {lc;};™ U {ls;};™¢* are independent and
have unit variances, and, in addition, the mathematical expectations of the random quantities of the set
{leitizex g U{lsi pimex ., are equal to zero.

The proof of the Statement 2 immediately follows from Statement 1 and Eq. (43).

4. CHARACFTERISTICS OF THE ESTIMATES OF THE NUMBER OF RADIO SIGNALS
WITH UNKNOWN AMPLITUDES AND PHASES

Let us analyze algorithms (28)—(31) in terms of the abridged error probability. To this end, the
explicit form of realization (2) of the received data is substituted into Eq. (27) for the modified maximized
LRF logarithm. On the basis of Eq. (32) and Statement 1, Eq. (26) for the maximized LRF logarithm can
be rewritten as

=)D (44)
i=1

where
Q' — (dcz + 5(:2')2 + (dsz + 551)2, 1 < 0,
! + fsz, 7> o,
1=1, ..., Vmax, de; and dg; are the mathematical expectations of the random quantities I.; and lg;, respec-

tively, and &.; and &; are the independent Gaussian random quantities with zero mathematical expectations
and unit variances. According to Eq. (44), the LRF logarithm in Eq. (26) is a nondecreasing function of the
number of signals. In addition, it can be shown that for any i < 1y, the quantity d? = d2 + d% monotonical
increases with increasing SNR. z?.

Using Eq. (44), the modified maximized LRF logarithm (28) with a linear penalty function can be
rewritten in the form

Lp(v; Xy, k) ZQZ — KU. (45)
Then, using Eq. (45), one can calculate the abridged error probability (13) for algorithm (28) with a linear
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penalty function as

per =1 —p(Quy > 2K, Quy+1 < 2k) =1— F,+1(2k) + F,,(26)Fy+1(2K), (46)

where F,(z) is the function of the noncentral x? distribution with two degrees of freedom and the non-
centrality parameter d?,o = dgyo + dgl,o, and F,,1(7) is the function of the central x? distribution with two
degrees of freedom. With allowance for the properties of the function Fy,(x), it can be shown that for an

unlimited increase in the parameter d,%o, the abridged error probability is written as

pe1 — 1 — Fy+1(2K). (47)

Therefore, the abridged error probability tends to a constant value with increasing parameter d%o. The
limiting value of error probability (47) can be used for approximate choice of the coefficient x in Eq. (28).
Indeed, the choice of k can be recommended by the value of the acceptable error probability py:.

As is noted above, the abridged error probability is the lower boundary of the total error probability.
Therefore, it follows from Egs. (44) and (47) that the total error probability does not tend to zero with
increasing d,%o and, hence, SNR z,%o. This property is a serious disadvantage of algorithm (28).

Unfortunately, in the general case, it is difficult to analytically obtain even the abridged error prob-
ability for algorithm (29). This probability can be calculated if the radio signals are orthogonal, i.e., algo-
rithms (29) and (30) coincide. When estimating the number of correlated radio signals, the error probability
for algorithm (29) can be obtained using statistical simulation.

Let us analyze algorithm (30) with the invariant random penalty function (30). For this purpose,
we again use Eq. (44) to represent the modified maximized LRF logarithm with invariant random penalty
function (30) in the form

v
Lpo(v; Xy, ko) = ; ; Qi — ;,%21/ mZaXQZ-, i=1, ..., Vmax. (48)
Calculate the abridged error probability in Eq. (13) as
pr2=1—p(Quy > K2 max Qi Quo+1 < K2 miaXQi), t=1, ..., Vmax- (49)
An auxiliary statement can formulated for the further calculation of the probability pio.

. LetN{fli}ij\il be a set of the mutually independent random quantities; k =1, ... ,M; 0 < h < 1; and
B =maxA;, wherei=1,... ,M,i# kand i # k+ 1. Then
(]

p(flk > h _max Ai,AkJ’_l <h _max flz) = p(flk > hflkﬂ, Ay > hB)

— (A > Api1, Appr > A, Ay > hB) — p(Apyy > Ay, Ap > hAgy1, A, > hB).  (50)

Using Egs. (49) and (50), we can write the final formula for the abridged error probability for algorithm (30)
with the invariant penalty function:

T T T
pt2 = 1 - /WVO (aj)FZ/O‘i‘l( > FQmax( > daj + / WVO+1($)FQHI3X< >
K9 R2 K2
0 0

x [F (;) - F,,O(:L“)} da + ZWVO(:U)FQW<:2> {Fyﬁl <§2> - Fyoﬂ(a;)] dz, (51)

where W;(z) and F;(x) are the probability density and the distribution function of the random quantity @,
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respectively, while Wg, . (z) and Fg, . (x) are the probability density and the distribution function of the

random quantity Quax = max @Q;, respectively, where ¢ = 1, ..., vpax, ¢ # g, and 7 # vg + 1.
1
The distribution function Fg, . () is written in the form
Vmax
FQmax (1‘) = H E(x)
i=1,

#1017 v0+1
Hereafter, for i < 1y, the dependences Wi(z) and Fj(z) are the probability density and the distribution
function of the noncentral x? distribution with the noncentrality parameter d? = d2; + d% and two degrees
of freedom, respectively [14], while for i > 1y, the above dependences are the probablhty density and the
distribution function of the central y? distribution with two degrees of freedom, respectively [14].
Using again Eq. (44), we rewrite the modified maximized LRF logarithm (31) with an inverse penalty

function in the form
Lg(v;X,,n) = < ZQZ> /1/. (52)

Using Eq. (52), we can calculate the abridged error probability (13) for the algorithm with the inverse
penalty function as

pis=1- / Wity / Wi (@) [Fo(z/A*) — Fo(y/B* — 2)] dedy. (53)
0 0

Here, Fy(z) is the function of the noncentral x? distribution with the noncentrality parameter > /%7 ! (d2,+d2)
and 2 (v9 — 1) degrees of freedom. As above, W, (z) is the probability density function of the noncentral
x? distribution with two degrees of freedom and the noncentrality parameter d2 = d2 + dSZ, Wyot1(x)
is the probability density function of the central y? distribution with two degrees of freedom [14], A* =
Yvo/(vo —1) — 1, and B* = /(vo +1)/vp — 1.

Let us study the dependence of the abridged error probability of algorithms (30) and (31) on the
SNR. For better clarity, it is assumed that a; = ag for all ¢, K;; = E for i = j, and K;; = 0 for 7 # j. Then
for any ¢, the quantities d¢; and dg; are only functions of the SNR z = ag \/ 2E /Ny and can be written as

dei = dgi = 2/V/2. (54)

In addition, in this case, the abridged error probability for algorithm (29) coincides with probability (51).

To study algorithms (30) and (31), we performed numerical calculations using the obtained analytical
formulas given by Eqs. (51) and (53) and the statistical simulation of the algorithms. Using the results of
numerical calculations with the help of Eqs. (51) and (53), we have established that the abridged error
probability of algorithms (30) and (31) significantly depends on the parameters ke and n, respectively.
Therefore, it is proposed to seek the studied-algorithm parameters that are optimal from the viewpoint of
the minimum abridged error probability. To this end, it is sufficient to substitute the values of d,, and
dy,—1 into Egs. (51) and (53) for any particular values of the SNR vector z,,, and then find the minima
of abridged error probabilities (51) and (53) as functions of the corresponding parameter (k1 and n for the
probabilities pia and py3, respectively).

The considered procedure was performed for the above-described case (54). Then we obtained the
quantities mgpt = 0.31 and n°"* = 2.5 such that ptg(ﬁgpt) = inf pia(ko) and pe3(n°Pt) = inf py3(n). The
obtained values are accepted as the parameters of algorithms (30) and (31) during the statistical simulation
and numerical calculations. It should be noted that the above optimization makes sense only if the optimal
value of the algorithm parameter weakly depends on the SNR.
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During the study, it was clarified that the optimal 10
values of the parameters k1 and k2 in algorithms (29)
and (30), respectively, significantly depend only on the
maximum possible number vy, of signals (if the signals
are orthogonal). At the same time, the optimal values of 1071
the parameter n in Eq. (31) are almost identical for all
SNR values and v < 21.

Figure 2 shows the results of calculating the abridged
error probability of algorithms (30) and (31) by Eqgs. (51) 1072
and (53). The solid line shows the error probability in
determining the number v of radio signals with known
amplitudes and phases by algorithm (8) as a function of
the SNR. The dotted line shows the theoretical depen-
dence of the error probability in determining the value
of vy by algorithm (30) on the SNR (see Eq. (51)). The
dashed line shows the theoretical dependence of the error 104
probability in evaluating v by algorithm (31) on the SNR,
(see Eq. (53)). The squares and circles show the error
probabilities in evaluating vy by algorithms (30) and (31),
respectively, on the SNR. The latter values are obtained 10-3 h L (IS ,'7 é
using statistical simulation. Algorithm (28) with linear 2 ‘
penalty function (28) is not shown in Fig. 2 since its opti- Fig. 2. Error probability for the a priori unknown
mal value of the parameter x significantly depends on the amplitudes and phases.
SNR.

P

1073

The calculation results in Fig. 2 indicate that the formulas obtained for the abridged error probabilities
are in satisfactory agreement with the data of the statistical simulation of the algorithms for estimating the
number of signals. Figure 2 also shows that the a priori ignorance of the amplitudes and phases of the
received signals substantially affects the accuracy of their number estimation. It can also be noted that the
operation quality of optimized algorithms (30) and (31) is almost the same.

5. CONCLUSIONS

The proposed abridged error probability in estimating the number of radio signals allows one to
relatively simply characterize the efficiency of various algorithms for estimating the number of radio signals.
The obtained results of analyzing several algorithms for estimating the number of signals make it possible to
reasonably choose the required estimation algorithm and optimize its parameters. The results of theoretical
calculation are in satisfactory agreement with those of statistical simulation. It has been shown that a
priori ignorance of the amplitudes and phases of the received radio signals can significantly deteriorate the
operation quality of the algorithms for estimating the number of signals.

This work was supported by the Russian Foundation for Basic Research (project Nos. 13-01-97504
and 13-08-00735), the Russian Science Foundation (project No. 14-49-00079), and the Ministry of Educa-
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